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In Proceedings of the IEEE Automatic Speech Recognition and Understanding Workshop (ASRU),
Santa Barbara, CA, 1997.

E. Fosler, M. Weintraub, S. Wegmann, Y.H. Kao, S. Khudanpur, C. Galles, and M. Saraclar.
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Publications
Workshop
Presentations
and Reports
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C. Kayra Akman, A Computer Aided Transcription Tool, Bogazici Univ. EE Dept. (2005-2007).
Onur Cengelci (Co-advised), Voice Driven Keyword Spotter, Bogazici Univ. EE Dept. (2005-2006).

Summer Interns
Co-mentor for Srihari Reddy from Johns Hopkins University, 2004.
Supervisor and mentor for Ali Yazgan from Johns Hopkins University, 2003.
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Undergraduate: Introduction to Electrical Engineering, Numerical Methods for Electrical Engi-
neers, Orientation to Electrical Engineering.
Graduate: Advanced Speech Processing, Automatic Speech Recognition, Machine Learning for
Signal Processing, Multiresolution Signal Processing, Pattern Recognition, Speech Processing, Sta-
tistical Natural Language Processing.
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IEEE Signal Processing Society Speech and Language Technical Committee (2007-2009).
IEEE Turkish Branch Executive Committee – Technical Activities (2008-).

Area Chair
IEEE International Conference on Acoustics, Speech, and Signal Processing (ICASSP 2008, 2009)

Human Language Technology Conference
Conference on Empirical Methods in Natural Language Processing
(HLT/EMNLP 2005)



Reviewer
Computer Speech and Language
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IEEE Transactions on Speech and Audio Processing
Pattern Recognition Letters


